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Performance Analysis of Packet Switched Voice/Data Network
Ahn Khi-jung*
Summary

In this paper a congestion control scheme is examined for the integrated packet voice/data traffic
and the performance measure is evaluated to enhance the delay of data traffic under the
circumstances of overloaded voice calls, Since voice has the real time characteristics, which reveal
no accuse, higher priority over data is essentially required, When the voice calls are increased the
data traffic cannot have any vacancies through the link and have to be buffered for later
processing.

This paper uses the voice control mechanism for such data traffic delay. The control mechanism
applys the level control with checking the number of voice calls in talkspurt. When it is over some
threshold level, the least significant voice packets are discarded with some ratio to reduce the effect
of voice overload and the time delay of data traffic.
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